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Abstract: 
Full-duplex transmission comprises the ability to transmit and receive at the same time on the 
same frequency band. It allows for more efficient utilization of spectral resources, but raises 
the challenge of strong self-interference (SI). Cancellation of SI is generally implemented as 
a multi-stage approach. This work proposes a novel adaptive SI cancellation algorithm in the 
digital domain based on Kalman filter theory that creates the following advances: (i) the 
number of unknowns of the nonlinear SI model in cascade structure is significantly reduced 
compared to the conventional Hammerstein parallel model since it decouples the 
identification of linear and nonlinear elements; (ii) the remote signal-of-interest (SoI) is 
explicitly considered in the algorithm since the Kalman filter approach tunes its adaptation by 
the SoI power or performs successive cancellation; (iii) temporal variations of the SI channel 
are covered by a composite statespace model. In our simulation results, we analyze the 
performance by evaluating residual interference, system identification accuracy and 
communication rate. We show that our Kalman filter solution in cascade structure delivers 
good performance with low computational complexity. In this configuration, the performance 
lines up with that of the monolithic (parallel) Kalman filter or the recursive-least squares 
(RLS) algorithms with parallel Hammerstein models. The coefficients of the EF-relay are 
designed to attain the minimum mean-square error (MMSE) between the transmission 
symbols. m. The proposed system’s performance is evaluated in the presence of AWGN over 
non-selective MIMO channels. Simulation results are presented to demonstrate the bit-error 
rate (BER) performance as a function of the SNR, revealing a close match to the SI-free case 
for the proposed system.  
 
 
Keywords: Interference cancellation, Radio frequency, Transceivers, Mobile 
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INTRODUCTION 
Due to the continuing increase of wireless technology users, wireless data traffic is increasing 
by a factor of 10 every five years [1, 2]. Coping with such rapid growth is a major challenge 
for future wireless systems, especially with limited spectrum availability. One major 
shortcoming of current deployed systems is the limitation to operate as half-duplex systems 
employing either a time-division or frequency-division approach to bidirectional 
communication. Half-duplex transmission requires dividing the temporal and/or spectral 
resources into orthogonal resources, thus enforcing a limitation on the possible potential of 
the system to nearly double its spectral efficiency by operating as full-duplex systems. In full-
duplex systems [3]-[47], bidirectional communications are carried out over the same temporal 
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and spectral resources. Recently full-duplex transmission has gained significant attention [3]-
[47] due to its potential to double the system’s spectral efficiency by allowing simultaneous 
transmission and reception over the same frequency band. In addition to spectral efficiency 
improvement, full-duplex transmission could be used to improve the reliability of multi-users 
cognitive radio networks [34]. Previous generations of wireless communication were 
basically designed to depend on the half-duplex (HD) technique, in which different time 
and/or frequency bands are used to separate transmitted and received signals [2,3]. Fig. 1 
shows how two nodes communicate with each other by using different duplex schemes, in 
which separation in the time domain allows the system to utilize the same frequency band for 
transmission, while orthogonal time slots are allocated for transmitted and received signals.  

 
Figure 1: Different duplexing schemes 

On the other hand, one of the key challenges in FD wireless communication is the self-
interference (SI), sometimes referred to as loop-interference, which can have an undesirable 
effect on overall system performance. This is principally caused by the signals transmitted by 
the FD transceiver which exhibit greater energy than the desired incoming signals due to path 
loss propagation phenomena. The large power differential between the signal of interest, 
which arrives weakly from a distance source, and the SI signal created by the FD transceiver 
itself poses extreme difficulties for the receiver which needs to reconstruct and detect the 
desired signal. At this point, different state-of-the-art approaches are available regarding the 
effect of SI on FD systems. One example of femto-cell FD cellular systems has been 
considered, in which the transmitted power from the base-stations and mobile handsets is set 
to 21 dBm, with an isolation of 15 dB is assumed between the transmit and receive signals 
[4]. For a noise floor at the receiver of −100 dBm, each base-station in this system has 21 − 
15 − (−100) = 106 dB of SI above the noise floor which needs to be addressed. In a second 
example [6], a typical WiFi radio of 80 MHz bandwidth and operating in FD mode is 
considered. A transmitted signal of 20 dBm and a noise floor of −90 dBm are assumed for 
this system, and thus the SI power above the noise floor can be determined as 20 − (−90) = 
110 dB which needs be mitigated. Without loss of generality, differences in wireless systems 
in terms of various cell sizes and numbers of antennas might require higher transmission 
power yielding stronger power of SI, and thus additional SI suppression will need 
consequently to be achieved. Further scenarios for different FD systems, along with various 
algorithms utilized to suppress SI, are outlined in [7] for a recently published review. 
Multiple-input multiple-output (MIMO) technology can be employed with FD systems by 
sending a stream of data using several antennas over independent channels and receiving it by 
using multiple spatial antennas to increase the diversity gain and to obtain more degrees of 
freedom (DoF) in tackling SI [8, 9]. This is discussed later on in this thesis in more detail. 
Passive methods rely on separation between the transmitting and receiving antennas in order 
to increase the isolation loss amongst them, and hence reduce the magnitude of local 
interference.  
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Full-duplex Transmission Challenges 
Achieving such significant self-interference cancellation is the key challenge in full-duplex 
systems. Since the transmitted self-interference signal is known at the receiver side, one 
might think that the self-interference signal could be significantly mitigated by simple 
subtraction of the transmitted base-band signal from the received signal. However, several 
publications have demonstrated that simple self-interference signal subtraction achieves 
limited cancellation amount, mainly due to a combination of hardware imperfections [37]-
[41].  
 
Self-interference Cancellation Techniques  
Recently, a vast variety of self-interference cancellation techniques for full-duplex systems 
have been proposed [3]-[47]. Generally, self-interference cancellation techniques are divided 
into two main categories: passive suppression techniques, and active cancellation techniques. 
Typical full-duplex systems deploy both passive suppression and active cancellation 
techniques to achieve significant self-interference cancellation. In passive suppression 
techniques, the self-interference signal is suppressed in the propagation domain before it is 
processed by the receiver circuitry. Passive self-interference suppression could be achieved 
using antenna separation and/or isolation [17],[29]-[31],[45]-[47], directional antennas [20, 
32, 33], or using multiple transmit antennas with careful antenna placement [35, 36]. The 
self-interference suppression amount achieved using such methods highly depends on the 
application and the physical constraints of the system. For example, in mobile applications 
with small device dimensions, the passive suppression achieved using antenna separation and 
isolation is very limited. However, in others systems (e.g. relay systems) where the transmit 
and receive antennas are not necessary co-located, antenna separation and isolation could 
achieve significant passive suppression. For instance, in [45, 46], the use of a single-pattern 
directional antenna and 4-6 m of antenna separation achieves 85dB of passive suppression. 
While in [47], using 5 m of antenna separation in addition to antenna isolation achieves 70dB 
of passive suppression. This large antenna separation might be acceptable in relay systems, 
but it is not acceptable in practical mobile applications. A more practical passive self-
interference suppression method with relatively small antenna separation was introduced in 
[33], where antenna directionality is utilized to achieve 45dB of passive self-interference 
suppression at 35 cm antenna separation.  Active cancellation is the second category of the 
self-interference cancellation techniques. In active cancellation techniques [3]-[28], the self-
interference signal is canceled by leveraging the fact that the transceiver knows the signal it is 
transmitting, such that the self-interference signal is mitigated by subtracting a processed 
copy of the transmitted signal from the received signal.  
 
Existing System 
Nonlinear Distortion Suppression in Full-Duplex Systems 
In addition to the oscillator phase noise, the work in [23, 38] shows that transceiver 
nonlinearity is another major self-interference cancellation limiting factor in full-duplex 
systems. Along the same line of improving the self-interference cancellation capability by 
mitigating the RF impairments, transceiver nonlinearity is another impairment that needs to 
be mitigated. 
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Suppressing the nonlinear distortion requires the self-interference channel as well as 
nonlinearity coefficients to be estimated. However, due to the presence of the nonlinear 
distortion while the self-interference channel is being estimated, the channel estimation error 
will be distortion limited. To overcome this problem, we propose an iterative technique to 
jointly estimate the self-interference channel and the nonlinearity coefficients required to 
perform self-interference cancellation and distortion suppression. The performance of the 
proposed technique is numerically investigated and compared against the case of a linear full-
duplex system. The results show that after three to four iterations, the nonlinear distortion is 
significantly suppressed such that the proposed technique achieves a performance that is less 
than 0.5dB off the performance of a linear full-duplex system. Figure 2 illustrates a block 
diagram for a full-duplex OFDM transceiver, where the transmitter and the receiver are 
operating simultaneously over the same carrier frequency. At the transmitter side, the base-
band signal is modulated using an OFDM modulator and then up-converted to the carrier 
frequency fc, then amplified using a power amplifier. The oscillator at the transmitter side is 
assumed to have a random phase error represented by φt(t). At the receiver side, the 
amplitude of the received signal is properly adjusted using a low-noise amplifier (LNA). The 
signal is then down-converted from the carrier frequency to the base-band. The down-
conversion mixer is assumed to have a random phase error represented by φr(t). The base-
band signal is then quantized and converted to the frequency domain using Fourier transform. 
In practical systems, the main sources of the system nonlinearity are the power amplifier at 
the transmitter side and the LNA at the receiver side. In this chapter, we consider both the 
power amplifier and LNA nonlinearities. Generally, for any nonlinear block, the output  

 
Figure 2: Block diagram of a full-duplex OFDM transceiver. 
signal y can be written as a polynomial function of the input signal x as follows [48] 

 
It can be shown that for practical wireless systems [48], only the odd orders of the 
polynomial contribute to the in-band distortion. Furthermore, only a limited number of orders 
contribute to the distortion and higher orders could be neglected. In practical systems, the 
nonlinearity is typically characterized by the third-order intercept point (IP3), which is 
defined as the point at which the power of the third harmonic is equal to the power of the first 
harmonic [49]. Accordingly, in this chapter we limit our analysis to the third-order 
nonlinearity where the output of any nonlinear block can be simplified as 

y = x + α3x3 ,          (2) 
assuming a unity linear gain (i.e. α1 = 1). 
Following the block diagram in Figure 2 and using the assumption that ejφ = 1+jφ, φ<<1, the 
base-band representation of the received signal at the ADC output can be written as  

yn = xI
n ∗ hI

n + xS
n ∗ hS

n+ dn + φn + qn + zn, 
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where ’∗’ denotes convolution process, n is the sample index, xI , xS are the transmitted self-
interference and signal-of-interest respectively, hI, hS are the self-interference and signalof-
interest channels, dn is the total transmitter and receiver nonlinear distortion, φn is the total 
phase noise, qn is the ADC quantization noise, and zn is the receiver Gaussian noise. The 
receiver Gaussian noise represents the noise inherent in the receiver circuits, and usually 
specified by the circuit noise figure, which is implicitly a function of the LNA gain [49]. 
Self-interference Cancellation with Distortion Suppression 
The results in Figure 3 imply that, eliminating the nonlinear distortion increases the 
selfinterference mitigation capability. According to distortion elimination requires the 
knowledge of the self-interference channel (hI) as well as the nonlinearity coefficients (αt

3, αr
3 

). In the proposed technique, the self-interference channel is estimated using an orthogonal 
training sequence at the beginning of each transmission frame. The estimated channel along 
with the knowledge of the self-interference signal (xI) is then used to estimate the 
nonlinearity coefficients. 

 
Figure 3: Noise powers at different received self-interference signal strengths for the 

transceiver in [51]. 
Limitations 
The main limitation impacting full-duplex transmission is managing the strong self-
interference signal imposed by the transmit antenna, on the receive antenna, within the same 
transceiver. For a full-duplex system to achieve its maximum efficiency, the self-interference 
signal has to be significantly suppressed to the receiver’s noise floor. For instance, in WiFi 
and femto-cell cellular systems, the transmit power can go up to 21dBm and the typical 
receiver noise floor is -90dBm, which requires more than 111dB of self-interference 
cancellation for proper operation of a full-duplex system. In case the achieved amount of self-
interference cancellation does not reach the receiver noise floor, the residual self-interference 
power will degrade the System’s Signal to Noise Ratio (SNR) and thus negatively impact the 
system throughput. 
 
The main problem is that due to the presence of the distortion signal at the training time, the 
channel estimation error will be limited by the distortion signal, which impacts the estimation 
accuracy and thus the overall cancellation performance. To overcome this problem, we 
propose an Adaptive Nonlinear Self-Interference Cancellation and the nonlinearity 
coefficients. 
 
PROPOSED SYSTEM 
Adaptive Self-interference Cancellation Technique for Full-duplex Systems 
Improving the self-interference cancellation capability requires other phase noise mitigation 
solutions to be investigated. In this chapter, we propose a novel digital self-interference 
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cancellation technique that eliminates all transmitter impairments, and significantly mitigates 
the receiver phase noise and nonlinearity effects. With the proposed technique, digital self-
interference cancellation is no longer limited by the transceiver phase noise or nonlinearities. 
Recently, several full-duplex transceiver architectures are proposed to cancel out the 
impairments associated with the self-interference signal [20, 23]. The main idea in such 
architectures is to obtain a copy of the transmitted RF self-interference signal including all 
impairments and subtract it from the received signal in the RF domain. Since the obtained 
copy includes all transmitter impairments, the subtraction process is supposed to eliminate 
both the selfinterference signal and the noise associated with it. In [20], a copy of the 
transmitted RF self-interference signal is passed through a variable attenuator and phase 
shifter then subtracted from the received signal in the RF domain. Since only one variable 
attenuator and phase shifter are used, these techniques will only mitigate the main component 
of the self interference signal without mitigating the self-interference reflections. This issue 
has been handled in [23], where a multi-tap RF Finite Impulse Response (FIR) filter is used 
instead of the single attenuator. In this case, both main and reflected self-interference 
components (including the associated noise) are significantly mitigated at the receiver input.  
 
However, the size and  power consumption of the RF FIR filter limits the applicability of 
such techniques. In contrast with RF and analog cancellation techniques, we propose a novel 
all-digital selfinterference cancellation technique based on a new full-duplex transceiver 
architecture that significantly mitigates transmitter and receiver impairments. In the proposed 
technique (shown in figure 4), an auxiliary receiver chain is used to obtain a digital-domain 
copy of the transmitted RF self-interference signal, which is then used to cancel out the self-
interference signal and the associated transmitter impairments in the digital-domain. The 
auxiliary receiver chain has identical components as the ordinary receiver chain to emulate 
the effect  of the ordinary receiver chain on the received signal. Furthermore, in order to 
alleviate the receiver phase noise effect, the auxiliary and ordinary receiver chains share a 
common oscillator. The proposed technique is shown to significantly mitigate the transmitter 
and receiver impairments without the necessity for highly complex RF cancellation 
techniques. The main advantage of the proposed technique is that all signal processing is 
performed in the digital-domain, which significantly reduces the implementation complexity. 

 
Fig. 4: Proposed full-duplex SI estimation and cancellation. 

Figure 4 shows a detailed block diagram for the proposed digital selfinterference cancellation 
technique based on new full-duplex transceiver architecture. The transceiver consists of the 
ordinary transmit and receive chains in addition to one auxiliary 90 receiver chain used for 
self-interference cancellation. At the transmitter side, the information signal X is OFDM 
modulated, then up-converted to the RF frequency. The up-converted signal is then filtered, 
amplified, and transmitted through the transmit antenna. A fraction of the amplified signal is 
fed-back as input to the auxiliary receiver chain. 
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Self-interference Cancellation 
The main idea of the proposed cancellation technique is to obtain a copy of the transmitted 
self-interference signal including all transmitter impairments, and use this copy for 
digitaldomain self-interference cancellation at the receiver side. Hypothetically speaking, if 
both auxiliary and ordinary receiver chains are impairment-free, the proposed architecture 
should be able to totally eliminate both the self-interference signal and the transmitter 
impairments. However, due to the receiver impairments and the channel estimation errors, 
perfect selfinterference cancellation is not possible. During the analysis of the individual 
impairments, the auxiliary and ordinary channel transfer functions (Haux, Hord) are assumed to 
be perfectly known. 

 
Figure 5: SI using orthogonal polarization, directional isolation and absorptive 

shielding. 
to avoid the impractical huge dynamic range required to process the received signals 
accurately in the front-end of the downstream receiver circuitry. In practice, natural-isolation 
via antenna separation can be implemented by increasing the distance between the antennas 
of the transmitting and receiving terminals so as to attenuate the SI signal via increasing the 
free-space path loss, which can be expressed as [48] 

 
where d represents the distance between the transmit and receive antennas, λ is the 
wavelength of the transmitted signal which can be calculated as λ = c/f, in which c = 3×108 
(m/s) is the speed of light, and f is the frequency of the transmitted signal. It can be noticed 
from (2.24) that d is inversely proportional to the path loss for a particular frequency. 
Additionally, natural-isolation can be performed by using absorption shielding to be placed in 
order to attenuate the LoS path [25, 55] as shown in Fig. 5. An additional SI suppression can 
be implemented by utilizing a cross-polarization technique, sometimes also referred to as 
orthogonal polarization. This electromagnetic isolation mechanism can be performed via 
designing the antennas of the transmit and receive chains of the FD transceiver with 
orthogonal polarization so that transmit and receive using vertical and horizontal polarization, 
respectively, or vice versa [4, 56]. Moreover, directional isolation techniques can be 
employed via orienting the two sets of transmit and receive antennas of a FD node to the 
directions that a null zone can be produced, or at least a minimal intersection, between the 
main lobes of the radiation patterns [25, 57], as shown in Fig. 5. Furthermore, passive 
suppression can be achieved by utilizing antenna-aid cancellation which can be summarized 
as employing three antennas, two for 
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Fig. 6: Proposed nonlinear SI estimation and cancellation 

transmitting and one for receiving, in such a way that the two transmit antennas are 
positioned away from the single receive antenna by distances of d and d + nλ/2, where n is an 
odd number, in order to satisfy the conditions for destructive interference, as shown in Fig. 
2.8. This is because these distances will result in a phase difference of π between the two 
transmitted signals at the received antenna; hence, they cancel each other out [7, 56]. 
Similarly, this out-of-phase signal can be created internally in the FD transceiver and coupled 
with the SI estimated channel in order to cancel the SI signal in the analogue domain [55, 56], 
as discussed later in this chapter. In the propagation domain, passive suppression can also be 
implemented via utilizing a circulator-based technique. This technique is considered to be 
one of the best types of passive suppressions of SI [45], particularly for FD transceivers 
employing shared antennas for transmitting and receiving. The circulator is an 
electromagnetic device which can be exploited in the RF and microwave bands. 
 
Active SIC is proposed to implement further reductions of SI power in order to be at the level 
of noise or below. This is due to the fact that all the methods of passive suppressions 
mentioned are in practice unable to provide a total mitigation of SI in the real-world. Hence, 
for the sake of further minimization of SI, other stages of SIC can be performed either within 
the RF stage and/or in the baseband stage, i.e. the analogue and digital domains [7]. FD-
MIMO transceiver which can be a relay or bidirectional transceiver utilizing FD operation 
and equipped with Ntx and Nrx antennas in the transmit and receive terminals, respectively. 
For a continuous time instant t, the analogue received signal at the received terminal of the 
FD transceiver can be expressed as  

 
where H[t] ∈ CNrx×Ntx, and HLI [t] ∈ C Nrx×Ntx represent the desired and SI channels, 
respectively. Moreover, v[t] ∈ C Nrx×1 is the AWGN vector at the input of the received 
terminal of the FD transceiver, with zero mean and variance equal to σn

2. The covariance 
matrix of the noise is denoted as Rv = E  v[t]v H[t] . Additionally, so[t] represents the desired 
incoming signal from a distant source, while si[t] is the LI signal causing SI. The covariance 
matrices of the desired and the SI signals can be denoted as Rso = E {so[t]so

H[t]} and Rsi = E{ 
si [t]si

H [t]}, respectively. Some information is required to be fully or partially known by the 
FD transceiver in order to implement active SIC. For instance, si[t] should be known by the 
FD transceiver itself, while H[t] and HLI[t] can be particularly estimated by utilizing one of 
the techniques proposed for FD transceivers [58, 59]. Furthermore, channel estimation noise 
might be produced due to the impractical implementation of perfect channel estimation in the 
real-world. Therefore, the estimations of H[t] and HLI[t], which are H˜ [t] and H˜LI [t], 
respectively, can be expressed as 

 



  International Journal of Research 
  

p-ISSN: 2348-6848 
e-ISSN: 2348-795X 
Volume 08 Issue 01 

January 2021 
  

P a g e  | 121 
 

Despite full knowledge of the digital transmitted signal in the baseband being known by the 
FD transceiver, the actual analogue bandpass signal can not be precisely known. This is due 
to the effects of different distortions that accompany the conversion of a digital baseband 
signal to RF, such as the nonlinearity power amplifier (PA), the inphase/quadrature (I/Q) 
imbalance of the local oscillator (LO), the imperfection of ADC and digital-to-analogue 
conversion (DAC), in addition to the phase noise and frequency offset associated with the 
carrier oscillator [9]. Therefore, after taking into account all the above imperfections, the 
transmitted signal can be expressed as 

si = ˜si + ∆˜si, 
where ∆˜si represents the additive transmit distortion noise with zero-mean and variance 
equal to the relative distortion ∈si . Moreover, the transmit noise covariance matrix can be 
defined as  

 
The main purpose of applying SIC approaches to FD transceivers is to mitigate the loop 
interference in order to minimize the residual SI to a level that can be considered as 
additional noise at the input of the FD transceiver [9]. Therefore, (2.25) can be re-written as 

ˆr = Hso + vˆ, 
where ˆr ∈ C Nrx×1 and vˆ ∈ C Nrx×1 are the vectors of the received signal and the equivalent 
noise at the input of the FD receiver after applying passive and analogue SIC, 

M = E{(Hso + v − r)(Hso + v − r)H} 
= E{HLI sisH i HLI

H} = HLIRsi HLI
H . 

The cancellation at this stage is based on TDC as discussed, It basically depends on the 
assumption that the FD transceiver always has exact or approximate knowledge about its own 
transmitted signal. Moreover, it is required that the FD transceiver has the ability to estimate 
the SI channel in order to create a replica of the SI signal and then to subtract it from the 
received signal. The importance of implementing SIC in the analogue domain is to reduce the 
dynamic range of the receiving circuity to a suitable level in order to improve the feasibility 
of applying SIC in the digital domain. In practice, the value of d is not easy to determine 
precisely, as it is related to the characteristics of each component in the FD transceiver circuit 
and how these components are connected together. Therefore, it is required to estimate the 
range within which this delay varies, and then to position the fixed delay lines out of this 
range in each side, as explained earlier; that is, before and after this range. At this point, the 
weights of the leading and lagging copies of the SI signal must be determined. This can be 
implemented by utilizing the sinc interpolation algorithm, in which, at each sampling time 
instant, sinc pulses are overlaid in order to evaluate the weights of the sinc pulses that the SI 
signal requires in order to be recreated. The obtained weights, which are associated with each 
sample of the SI signal, are combined afterwards by employing linear combination to create a 
replica of the SI signal. This algorithm, whereas in order to estimate the SI signal at time 
instant d, even fixed delays, {d1, d2, ..., dN }, are required to be used in which {d1, ..., dN/2} 
are positioned at delay instants less than d, while the delay lines {dN/2+1, ..., dN} should be 
placed at delay instants greater than d. The attenuator value an at a delay line dn can be 
determined by choosing the value of the SI sinc pulse, which is centred at the delay d, at the 
centre of a delay sinc pulse dn to be the weight an of that fixed line delay. Ideally, after 
evaluating and setting all the weights of these delay lines, the SI signal can be reconstructed 
perfectly and suppressed at this stage of the FD receiver. However, this requires a large 
number of delays to achieve the perfect cancellation of SI, which is impractical due to the 
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limitations of circuit size, power consumption, complexity and the time required to retune 
this circuit for any change in the circumstances.  

 
Fig 7. Fixed delay lines of the analogue cancellation of SI 

This is because, during the tuning of this circuit to a particular SI signal, it is not feasible to 
operate the radio in the FD mode, and thus it is necessary to minimize the tuning time by 
minimising the delay lines to an acceptable number in order to reduce the number of 
variables which need to be estimated [6, 42]. This approach can be utilized to apply analogue 
SIC for a MIMO system in which, at each transmit chain, part of the transmitted signal is 
passed through an analogue SIC circuit, CA ∈ CNtx×Nrx, to create a copy of the SI signal, and 
then the output of the analogue SIC circuit is subtracted from the incoming signal at each 
receiving chain in the RF domain, as shown in Fig. 7. Mathematically, this process in the 
analogue domain can be expressed as 

r[t] = r[t] − CA si [t] 
where r[t] = H[t]so[t] + HLI [t]si [t] + v[t] represents a combination of the desired signal so[t] 
coming from a distant source over a MIMO channel H[t], the SI signal si[t] which passed 
through the SI channel HLI [t], in addition to the additive thermal noise v[t]. This means that 
by choosing CA = HLI[t], SI can be removed totally if perfect knowledge of HLI[t] is available. 
Another analogue SIC approach has been proposed [17, 61] which relies on sending a 
cancellation signal via an additional transmit link, in which the cancellation signal is 
converted to RF and added to the incoming signal, where the desired and the SI signals are 
merged. This mechanism through the two nodes a and b which communicate with each other 
by using the FD technique. Each node is equipped with two antennas, one for transmitting 
and one for receiving, along with two TX radios, each of which contains basically of PA and 
LO, one used for transmitting while the second is used to create a cancellation signal. 
Additionally, one RX radio is used for receiving and comprises of LNA and LO. In the 
figure, si, zi, and ri , for i ∈ {a, b}, are the transmitted, the cancellation and the received 
signals for node i, respectively.  
The respective received signals at nodes a and b can be expressed as 

ra = hbasb + haasa + gaza + va, 
rb = habsa + hbbsb + gbzb + vb, 

where, va and vb represent the AWGN at node a and b, respectively.  
Thus, in order to cancel the SI at node i, it is necessary to set the cancellation signal 
intuitively as 

 
However, achieving perfect analogue SIC using this approach is not feasible due to 
distortions affecting the process of estimating the channels, such as noise and the 
nonlinearities of the transmit and receive circuits. Therefore, the instantaneous residual SI 
signal remaining after this analogue cancellation can be expressed as (haa − gahˆaa/gˆa)sa and 
(hbb−gbhˆbb/gˆb)sb at nodes a and b, respectively, where gˆi represents the noisy estimate of gi . 
Hence, the residual powers of SI at node a and b can be written respectively as 
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This analogue SIC mechanism can be applied to the FD-MIMO-OFDM system [41]. In this 
system, two bidirectional MIMO nodes i and j, which comprise Ntx transmit and Nrx receive 
chains, utilize FD operation with OFDM in their wireless communication. In the mth transmit 
chain, where m = 1, 2, ..., Ntx, OFDM modulation is used via applying IFFT processing along 
with adding a cyclic prefix to the encoded and mapped symbols, Xi,m. The OFDM signal is 
then converted to analogue by DAC, and passed through TX radio to produce the analogue 
signal at the mth antenna of node i, xi,m. The channels Hij ∈ CNrx×Ntx, Hji ∈ CNrx×Ntx and Hii ∈ 
CNrx×Ntx represent the outgoing, incoming and the SI channels of node i, respectively. 
Moreover, each node contains Nrx chains of an analogue SIC circuit similar to the transmit 
chain explained above, except that the symbols in this SIC circuit need to be chosen in such a 
way that they lead to the optimum cancellation of SI. The output of the SIC circuit zi,n, which 
represents the cancellation signal, is passed through a wire to the RF adder in the n th 
received circuit. Additionally, the magnitude and phase affecting the cancellation signal when 
it passed through this wire is denoted as gi,n. Hence, the output of the RF adder at the nth 
received chain can be expressed as 

yi,n = Hjixj,m + Hiixi,m + gi,nzi,n + vi,n, 
where xj,m is the desired incoming signal from node j to node i over channel Hji, and the 
AWGN is denoted as vi,n. It can be seen that, in order to obtain perfect SIC using this 
approach, the cancellation signal should be chosen as 

 
However, perfect SIC is not feasible in practice due to the same reasons mentioned 
previously related to the effect of noise and the non-linearity of the circuit elements employed 
in the transmit and receive chains, which consequently lead to imperfect channel estimations 
of Hii and gi,n. 

 
To this end, the passive and analogue active approaches are not adequate to tackle the entire 
amount of SI, and therefore active SIC needs to be implemented in the digital domain in 
order to make the utilization of the FD mechanism feasible, as discussed in the next section. 
 
EXPERIMENTAL RESULTS 
We define the key metrics that serve as performance indicators for the adaptive SI 
cancellation algorithms. First, we introduce definitions according to the mean-squared error 
(MSE) principle. The average signal to residual-interferenceand-noise ratio (SRINR) is given 
as follows: 

 
where dh_denotes the SoI at the receiver and e_ is the error signal before decoding (43) in 
time domain. The wireless channel (3) is assumed to be random, thus the process (68) is non-
ergodic. The capability of system identification can be measured by the system distance, i.e., 
the power of the estimation error compared to the power of the system variables. In the 
domain of Kalman filtering, the internal system state is the unknown quantity to be observed. 
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To evaluate the quality of the state estimation, we define the system distance for the linear SI 
channel coefficients as follows: 

 
Complexity 
The cascade model of the nonlinear SI channel (recall Fig. 9) is essentially motivated by 
reducing computational complexity of the adaptive cancellation algorithm, which is primarily 
determined by the number of multiplications and divisions. In our analysis, we focus on the 
principal complexity only and do not evaluate the cost of each calculation step in detail. 
Thus, we identify those parts of the algorithms that exhibit the most significant impact on the 
complexity, depending on the (potentially large) frame shift R, the FIR filter length L and on 
the order of the nonlinear expansion N. In order to compare time-domain and DFT domain SI 
estimation and cancellation algorithms, we refer to the complexity as per sample. In all cases, 
DFT-domain approaches are normalized to the frame shift R = M - L. 

 
Fig:9. 

This is reducing complexity by an order of magnitude if R is growing while L is kept fixed. 
Now consider the frame shift R. The exact Kalman algorithm in cascade structure, derived in 
Section III, does have at least quadratic complexity, since it requires the inversion and 
multiplication of M _ M matrices. On the other hand, considering the approximations, the 
DFT operation becomes dominant, and therefore we have logarithmic complexity for the 
Kalman algorithm with nonlinear diagonalization. Similar reasoning holds for the Kalman 
algorithm in parallel structure after submatrix or full diagonalization [45] and the RLS-type 
algorithm in DFT domain [48]. The complexity of the time-domain algorithms is determined 
by the FIR filter size L, thus the NLMS algorithm in time domain exhibits linear complexity. 
However, a direct comparison of time-domain and DFT-domain complexities is more 
involved and depends on the priorities of Kalman filter design.  
The number of nonlinear basis functions N affects the computational complexity of the 
various algorithms in different ways. In cascade structure, the complexity generally scales 
linearly with respect to N. On the other hand, in parallel structures, Kalman or RLS 
algorithms take the correlation between all sub-channels into account, and therefore require 
cubic and quadratic complexity in N, respectively. Especially the cubic term might be greater 
than log2M even for small N and thus can have a significant impact. Kalman algorithm with 
full diagonalization [45] or the NLMS allow to reduce the complexity to linear scale, since 
the correlation between parallel channels is neglected. 
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Fig: 10. 

 
Fig: 11. 

 
Fig:12. 

The RLS-type algorithm does not measure up to the NLMS type algorithm, since the RLS 
does not always track statistical variations perfectly [64]. In Fig. 13, we show the impact of a 
nonlinear distortion at the receiver in addition to the transmitter nonlinearity. The limited 
dynamic range causes a hard-clipping effect, which we assume to be 30 dB smaller in power 
than the rest of the SI signal. 

 
Fig. 13. 

The proposed Kalman algorithm in cascade structure is used for the SI cancellation. In the 
case of a linear receiver path with static SI channel, the SI cancellation can suppress the SI 
almost to the noise floor over all ranges of the input SINR. However, in the case of a 
nonlinear receiver, the cancellation performance suffers significantly especially in the low 
input SINR regime. The SI is much stronger than the SoI in that regime and therefore the 
nonlinear distortion is more severe. If the SI channel is time-varying, then the difference 
between the linear and nonlinear receiver path is less distinctive since the temporal variations 
are the main performance limitation. 
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Fig. 14. 

 
Fig: 15. 

Applications 
Self-interference cancellation has applications in mobile networks, the unlicensed 
bands, cable TV, mesh networks, the military, and public safety. 
In-band full duplex 
Transmitting and receiving on exactly the same frequency at exactly the same time has 
multiple purposes. In-band full duplex can potentially double spectral efficiency. It permits 
true full duplex operation where only a single frequency is available. And it enables “listen 
while talking” operation (see cognitive radio, below). 
Integrated access and backhaul 
Though most small cells are expected to be fed using fiber optic cable, running fiber isn't 
always practical. Reuse of the frequencies used by a small cell to communicate with users 
(“access”) for communication between the small cell and the network (“backhaul”) will be 
part of the 3GPP's 5G standards. When implemented using SIC, the local backhaul radio's 
transmit signal is cancelled out at the small cell's receiver, and the small cell's transmit signal 
is cancelled out at the local backhaul radio's receiver. No changes are required to the users’ 
devices or the remote backhaul radio. The use of SIC in this applications has been 
successfully field-tested by Telecom Italia Mobile and Deutsche Telecom.  
Satellite repeaters 
SIC enables satellite repeaters to extend coverage to indoor, urban canyon, and other 
locations by reusing the same frequencies. This type of repeater is essentially two radios 
connected back-to-back. One radio faces the satellite, while the other radio faces the area not 
in direct coverage. The two radios relay the signals (rather than store-and-forward data bits) 
and must be isolated from each other to prevent feedback. The satellite-facing radio listens to 
the satellite and must be isolated from the transmitter repeating the signal. Likewise, the 
indoor-facing radio listens for indoor users and must be isolated from the transmitter 
repeating their signals to the satellite. SIC may be used to cancel out each radio's transmit 
signal at the other radio's receiver. 
 
Full-duplex DOCSIS 3.1 
Cable networks have traditionally allocated most of their capacity to downstream 
transmissions. The recent growth in user-generated content calls for more upstream capacity. 
Cable Labs developed the Full Duplex DOCSIS 3.1 standard to enable symmetrical service at 
speeds up to 10 Gbit/s in each direction. In DOCSIS 3.1, different frequencies are allocated 
for upstream and downstream transmissions, separated by a guard band. Full Duplex 
DOCSIS establishes a new band allowing a mix of upstream and downstream channels on 
adjacent channels. The headend must support simultaneous transmission and reception across 
the full duplex band, which requires SIC technology. The cable modems are not required to 
transmit and receive on the same channels simultaneously, but they are required to use 
different combinations of upstream and downstream channels as instructed by the headend.  
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Wireless mesh networks 
Mesh networks are used to extend coverage (to cover entire homes) and for ad-hoc 
networking (emergency communication). Wireless mesh networks use a mesh topology to 
provide the desired coverage. The data travels from one node to another until it reaches its 
destination. In mesh networks using a single frequency, the data is typically store-and-
forwarded, with each hop adding a delay. SIC can enable wireless mesh nodes to reuse 
frequencies so that the data is retransmitted (relayed) as it is received. In mesh networks 
using multiple frequencies, such as whole-home Wi-Fi networks using “tri-band” routers, 
SIC can enable greater flexibility in channel selection. Tri-band routers have one 2.4 GHz 
and one 5 GHz radio to communicate with client devices, and a second 5 GHz radio that is 
used exclusively for internode communication. Most tri-band routers use the same pair of 
80 MHz channels (at opposite ends of the 5 GHz band) to minimize interference. SIC can 
allow tri-band routers to use any of the six 80-MHz channels in the 5 GHz band for 
coordination both within networks and between neighboring networks. 
 
Military communication 
The military frequently requires multiple, high power radios on the same air, land, or sea 
platform for tactical communication. These radios must be reliable even in the face of 
interference and enemy jamming. SIC enables multiple radios to operate on the same 
platform at the same time. SIC also has potential applications in military and vehicular radar, 
allowing radar systems to transmit and receive continuously rather than constantly switching 
between transmit and receive, yielding higher resolution. These new capabilities have been 
recognized as a potential 'superpower' for armed forces that may bring about a paradigm shift 
in tactical communications and electronic warfare. 
 
Future work  
The promising results obtained from this research project raise the possibility of replacing the 
conventional HD and out-of-the-band FD with the proposed in-band FD for the next 
generations of wireless communication, in order to improve spectral efficiency and reduce 
the bandwidth consumption. However, some aspects and challenges have not been 
thoroughly investigated and addressed. Therefore, some of the main points are outlined below 
with proposals for appropriate further research.  
 An implementation of a practical hardware design for the proposed systems and a 

comparison of the results obtained with the simulation and the performance analysis.  
 Taking into account in the simulations and performance analyses the effect of 

nonlinearities in the hardware components in the transmit and receive chains which add 
further SI distortion and need to be further investigated to provide mitigation.  

 Applying all of the techniques investigated in this thesis related to FD operation to other 
wireless communication topologies, such as cellular network, cognitive radio networks, 
muti-user systems and massive MIMO applications. 

 To evaluate the tight bounds on the performance of FD-MIMO-IDD for different code 
rates of convolutional and turbo codes. • Use of LDPC for high code rates and long 
frame lengths and find the bounds on the performance with FD-MIMO.  

 Hybrid FD/HD mechanisms can be considered in more depth by designing a transceiver 
that has the ability to change the mode of transmission depending on the energy levels of 
the desired signal and interference, i.e. the SINR level. 

 
REFERENCES 



  International Journal of Research 
  

p-ISSN: 2348-6848 
e-ISSN: 2348-795X 
Volume 08 Issue 01 

January 2021 
  

P a g e  | 128 
 

[1] Z. Zhang, X. Chai, K. Long, A. V. Vasilakos, and L. Hanzo, “Full duplex techniques for 
5g networks: self-interference cancellation, protocol design, and relay selection,” IEEE 
Commun. Mag., vol. 53, no. 5, pp. 128–137, 2015.  

[2] T. Riihonen, S. Werner, and R. Wichman, “Hybrid full-duplex/half-duplex relaying with 
transmit power adaptation,” IEEE Trans. Wireless Commun., vol. 10, no. 9, pp. 3074–
3085, Sep. 2011. 

 [3] ——, “Comparison of full-duplex and half-duplex modes with a fixed amplify-
andforward relay,” in Proc. IEEE Wireless Commun. and Networking Conf. (WCNC), 
Apr. 2009, pp. 1–5. 

 [4] A. Sabharwal, P. Schniter, D. Guo, D. W. Bliss, S. Rangarajan, and R. Wichman, “In-
band full-duplex wireless: Challenges and opportunities,” IEEE J. Selected Areas in 
Commun., vol. 32, no. 9, pp. 1637–1652, 2014.  

[5] T. Kaiser and N. Zarifeh, “General principles and basic algorithms for full-duplex 
transmission,” Signal Processing for 5G: Algorithms and Implementations, pp. 372–401, 
2016. 

 [6] D. Bharadia, E. McMilin, and S. Katti, “Full duplex radios,” ACM SIGCOMM 
Computer Communication Review, vol. 43, no. 4, pp. 375–386, 2013.  

[7] Z. Zhang, K. Long, A. V. Vasilakos, and L. Hanzo, “Full-duplex wireless 
communications: challenges, solutions and future research directions,” Proc. of the IEEE, 
pp. 1–45, 2015. 

 [8] T. Riihonen, A. Balakrishnan, K. Haneda, S. Wyne, S. Werner, and R. Wichman, 
“Optimal eigenbeamforming for suppressing self-interference in full-duplex MIMO 
relays,” in Proc. 45th Ann. Inform. Sciences and Syst. (CISS), March 2011, pp. 1–6. 

[9] T. Riihonen, S. Werner, and R. Wichman, “Mitigation of loopback self-interference in 
full-duplex MIMO relays,” IEEE Trans. Signal Process., vol. 59, no. 12, pp. 5983–5993, 
Dec. 2011.  

[10] T. Riihonen and R. Wichman, “Analog and digital self-interference cancellation in full-
duplex MIMO-OFDM transceivers with limited resolution in A/D conversion,” in Proc. 
46th Asilomar Conf. Signals. Syst., Nov. 2012, pp. 45–49.  

[11] K. Haneda, E. Kahra, S. Wyne, C. Icheln, and P. Vainikainen, “Measurement of loop-
back interference channels for outdoor-to-indoor full-duplex radio relays,” in Proc. 4th 
European Conf. Antennas and Propagation (EuCAP), Apr. 2010, pp. 1–5.  

[12] M. Khojastepour and S. Rangarajan, “Wideband digital cancellation for full-duplex 
communications,” in Proc. 46th Asilomar Conf. Signals, Syst. and Comput., Nov. 2012, 
pp. 1300–1304. 

 [13] B. Day, A. Margetts, D. Bliss, and P. Schniter, “Full-duplex MIMO relaying: 
Achievable rates under limited dynamic range,” IEEE J. Select. Areas in Commun., vol. 
30, no. 8, pp. 1541–1553, Sep. 2012.  

[14] B. Day, D. Bliss, A. Margetts, and P. Schniter, “Full-duplex bidirectional MIMO: 
Achievable rates under limited dynamic range,” in Proc. 45th Asilomar Conf Signals, 
Syst. and Comput., Nov. 2011, pp. 1386–1390.  

[15] T. Riihonen, S. Werner, and R. Wichman, “Transmit power optimization for 
multiantenna decode-and-forward relays with loopback self-interference from fullduplex 
operation,” in Proc. 45th Asilomar Conf. Signals, Syst. and Comput., Nov. 2011, pp. 
1408–1412.  

[16] A. Sahai, G. Patel, C. Dick, and A. Sabharwal, “Understanding the impact of phase noise 
on active cancellation in wireless full-duplex,” in Proc. 46th Asilomar Conf. Signals, 
Syst. and Comput., Nov. 2012, pp. 29–33.  



  International Journal of Research 
  

p-ISSN: 2348-6848 
e-ISSN: 2348-795X 
Volume 08 Issue 01 

January 2021 
  

P a g e  | 129 
 

[17] M. Duarte and A. Sabharwal, “Full-duplex wireless communications using off-theshelf 
radios: Feasibility and first results,” in Proc. 44th Asilomar Conf. Signals. Syst., Nov. 
2010, pp. 1558–1562.  

[18] C. R. Anderson, S. Krishnamoorthy, C. G. Ranson, T. J. Lemon, W. G. Newhall, T. 
Kummetz, and J. H. Reed, “Antenna isolation, wideband multipath propagation 
measurements, and interference mitigation for on-frequency repeaters,” in Proc. IEEE 
Southeast Con., March 2004, pp. 110–114.  

[19] D. W. Bliss, P. A. Parker, and A. R. Margetts, “Simultaneous transmission and reception 
for improved wireless network performance,” in 2007 IEEE/SP 14th Workshop on 
Statistical Signal Processing, Aug 2007, pp. 478–482.  

[20] H. Ju, E. Oh, and D. Hong, “Improving efficiency of resource usage in two-hop full 
duplex relay systems based on resource sharing and interference cancellation,” IEEE 
Tran. Wireless Commun., vol. 8, no. 8, pp. 3933–3938, Aug. 2009.  

[21] J. I. Choi, M. Jain, K. Srinivasan, P. Levis, and S. Katti, “Achieving single channel, full 
duplex wireless communication,” in Proc. 16th annu. int. conf. Mobile comput. and 
networking. ACM, 2010, pp. 1–12.  

[22] E. Everett, M. Duarte, C. Dick, and A. Sabharwal, “Empowering full-duplex wireless 
communication by exploiting directional diversity,” in Proc. 45th Asilomar Conf. 
Signals, Systems and Computers (ASILOMAR). IEEE, 2011, pp. 2002– 2006. 

 [23] E. Everett, “Full-duplex infrastructure nodes: Achieving long range with halfduplex 
mobiles,” Ph.D. dissertation, Rice University, 2012.  

[24] M. E. Knox, “Single antenna full duplex communications using a common carrier,” in 
Proc. IEEE Wireless Microwave Technol. Conf. (WAMICON), April 2012, pp. 1– 6.  

[25] E. Everett, A. Sahai, and A. Sabharwal, “Passive self-interference suppression for full-
duplex infrastructure nodes,” IEEE Trans. Wireless Commun., vol. 13, no. 2, pp. 680–
694, 2014.  

[26] M. Heino, D. Korpi, T. Huusari, E. Antonio-Rodriguez, S. Venkatasubramanian, T. 
Riihonen, L. Anttila, C. Icheln, K. Haneda, R. Wichman, and M. Valkama, “Recent 
advances in antenna design and interference cancellation algorithms for in-band full 
duplex relays,” IEEE Commun. Mag., vol. 53, no. 5, pp. 91–101, May 2015. 

[27] L. Laughlin, M. A. Beach, K. A. Morris, and J. L. Haine, “Electrical balance duplexing 
for small form factor realization of in-band full duplex,” IEEE Commun. Mag., vol. 53, 
no. 5, pp. 102–110, 2015.  

[28] D. Korpi, M. Heino, C. Icheln, K. Haneda, and M. Valkama, “Compact inband full-
duplex relays with beyond 100 db self-interference suppression: Enabling techniques and 
field measurements,” IEEE Trans. Antennas and Propag., vol. PP, no. 99, pp. 1–1, 2016.  

[29] T. Riihonen, S. Werner, and R. Wichman, “Residual self-interference in full-duplex 
MIMO relays after null-space projection and cancellation,” in Proc. 44th Asilomar Conf. 
Signals, Syst. and Comput., Nov. 2010, pp. 653–657. 

[30] Y. Y. Kang and J. H. Cho, “Capacity of MIMO wireless channel with full-duplex 
amplify-and-forward relay,” in Proc. IEEE 20th Int. Symp. Personal, Indoor and Mobile 
Radio Commun., Sep. 2009, pp. 117–121. [31] O. Munoz-Medina, J. Vidal, and A. 
Agustin, “Linear transceiver design in nonregenerative relays with channel state 
information,” IEEE Trans. Signal Process., vol. 55, no. 6, pp. 2593–2604, June 2007.  

[32] E. Antonio-Rodriguez and R. Lopez-Valcarce, “Adaptive self-interference suppression 
for full-duplex relays with multiple receive antennas,” in Proc. IEEE 13th Int. Workshop 
on Signal Process. Advances in Wireless Commun. (SPAWC), June 2012, pp. 454–458.  



  International Journal of Research 
  

p-ISSN: 2348-6848 
e-ISSN: 2348-795X 
Volume 08 Issue 01 

January 2021 
  

P a g e  | 130 
 

[33] N. Li, W. Zhu, and H. Han, “Digital interference cancellation in single channel, full 
duplex wireless communication,” in Proc. 8th Int. Conf. Wireless Commun., Networking 
and Mobile Computing (WiCOM), Sep. 2012, pp. 1–4.  

[34] Y. Liu, X.-G. Xia, and H. Zhang, “Distributed space-time coding for full-duplex 
asynchronous cooperative communications,” IEEE Trans. Wireless Commun., vol. 11, 
no. 7, pp. 2680–2688, 2012. 

 [35] M. Ahmed, C. Tsimenidis, and A. A. Rawi, “Performance analysis of Full-
DuplexMRC-MIMO with self-interference cancellation using null-space-projection,” 
IEEE Trans. Signal Process., vol. 64, no. 12, pp. 3093–3105, June 2016. 

[36] H. Suraweera, I. Krikidis, G. Zheng, C. Yuen, and P. Smith, “Low-complexity end-to-
end performance optimization in MIMO full-duplex relay systems,” IEEE Trans. 
Wireless Commun., vol. 13, no. 2, pp. 913–927, Feb. 2014.  

[37] J. S. Lemos, F. A. Monteiro, I. Sousa, and A. Rodrigues, “Full-duplex relaying in 
MIMO-OFDM frequency-selective channels with optimal adaptive filtering,” in Proc. 
IEEE Global Conf. Signal and Inf. Process. (GlobalSIP), Dec. 2015, pp. 1081–1085.  

[38] T. Riihonen, S. Werner, and R. Wichman, “Spatial loop interference suppression in full-
duplex MIMO relays,” in Proc. 43rd Asilomar Conf. Signals, Syst. and Comput., Nov. 
2009, pp. 1508–1512.  

[39] R. Lopez-Valcarce, E. Antonio-Rodriguez, C. Mosquera, and F. Perez-Gonzalez, “An 
adaptive feedback canceller for full-duplex relays based on spectrum shaping,” IEEE J. 
Selected Areas Commun., vol. 30, no. 8, pp. 1566–1577, September 2012.  

[40] D. Korpi, T. Riihonen, V. Syrjala, L. Anttila, M. Valkama, and R. Wichman, 
“Fullduplex transceiver system calculations: Analysis of ADC and linearity challenges,” 
IEEE Trans. Wireless Commun., vol. 13, no. 7, pp. 3821–3836, 2014.  

[41] M. Duarte, A. Sabharwal, V. Aggarwal, R. Jana, K. K. Ramakrishnan, C. W. Rice, and 
N. K. Shankaranarayanan, “Design and characterization of a full-duplex multiantenna 
system for wifi networks,” IEEE Trans. Veh., vol. 63, no. 3, pp. 1160–1177, Mar. 2014.  

[42] D. Bharadia and S. Katti, “Full duplex MIMO radios,” in Proc. 11th USENIX Symp. 
Networked Systems Design and Implementation (NSDI), 2014, pp. 359–372.  

[43] S. Li and R. D. Murch, “An investigation into baseband techniques for singlechannel 
full-duplex wireless communication systems,” IEEE Trans. Wireless Commun., vol. 13, 
no. 9, pp. 4794–4806, Sep. 2014.  

[44] E. Ahmed and A. M. Eltawil, “All-digital self-interference cancellation technique for 
full-duplex systems,” IEEE Trans. Wireless Commun., vol. 14, no. 7, pp. 3519– 3532, 
July 2015. 

[45] T. Chen and S. Liu, “A multi-stage self-interference canceller for full-duplex wireless 
communications,” in Proc. IEEE Global Commun. Conf. (GLOBECOM), Dec. 2015, pp. 
1–6.  

[46] X. Xiong, X. Wang, T. Riihonen, and X. You, “Channel estimation for full-duplex relay 
systems with large-scale antenna arrays,” IEEE Trans. Wireless Commun., vol. 15, no. 
10, pp. 6925–6938, Oct. 2016. 

 [47] E. Antonio-Rodr ı́guez, S. Werner, R. Lopez-Valcarce, T. Riihonen, and R. Wich-  ́
man, “Wideband full-duplex MIMO relays with blind adaptive self-interference 
cancellation,” Signal Processing, vol. 130, pp. 74–85, 2017.  

[48] J. Proakis and M. Salehi, Digital Communications. McGraw-Hill, 2008.  
[49] M. D. Tolga and A. Ghrayeb, “Coding for MIMO communication systems,” 2007.  
[50] A. B. Gershman and N. D. Sidiropoulos, Space-time processing for MIMO 

communications. Wiley Online Library, 2005.  



  International Journal of Research 
  

p-ISSN: 2348-6848 
e-ISSN: 2348-795X 
Volume 08 Issue 01 

January 2021 
  

P a g e  | 131 
 

[51] A. Maaref and S. Aissa, “Closed-form expressions for the outage and ergodic shannon 
capacity of MIMO MRC systems,IEEE Trans. Commun., vol. 53, no. 7, pp. 1092–1095, 
July 2005. 

 [52] M. Kang and M.-S. Alouini, “A comparative study on the performance of MIMO MRC 
systems with and without cochannel interference,” IEEE Trans. Commun., vol. 52, no. 8, 
pp. 1417–1425, Aug. 2004.  

[53] Y. S. Cho, J. Kim, W. Y. Yang, and C. G. Kang, MIMO-OFDM wireless 
communications with MATLAB. John Wiley & Sons, 2010.  

[54] X. N. Zeng and A. Ghrayeb, “A blind carrier frequency offset estimation scheme for 
ofdm systems with constant modulus signaling,” IEEE Trans. Commun., vol. 56, no. 7, 
pp. 1032–1037, 2008. 

 [55] M. Duarte and A. Sabharwal, “Full-duplex wireless communications using off-theshelf 
radios: Feasibility and first results,” in Proc. 44th Asilomar Conf. Signals, Syst. and 
Comput., Nov. 2010, pp. 1558–1562.  

[56] E. Aryafar, M. A. Khojastepour, K. Sundaresan, S. Rangarajan, and M. Chiang, “Midu: 
enabling mimo full duplex,” in Proc. 18th annual intern. conf. Mobile comput. and 
networking. ACM, 2012, pp. 257–268. 

[57] E. Everett, M. Duarte, C. Dick, and A. Sabharwal, “Empowering full-duplex wireless 
communication by exploiting directional diversity,” in Proc. 45th Asilomar Conf. 
Signals, Syst. and Comput. IEEE, 2011, pp. 2002–2006. 

 [58] K. M. Nasr, J. P. Cosmas, M. Bard, and J. Gledhill, “Performance of an echo canceller 
and channel estimator for on-channel repeaters in DVB-T/H networks,” IEEE Trans. 
Broadcasting, vol. 53, no. 3, pp. 609–618, Sep. 2007.  

[59] J. Ma, G. Y. Li, J. Zhang, T. Kuze, and H. Iura, “A new coupling channel estimator for 
cross-talk cancellation at wireless relay stations,” in Proc. IEEE Global Commun. Conf., 
Nov. 2009, pp. 1–6.  

[60] M. Jain, J. I. Choi, T. Kim, D. Bharadia, S. Seth, K. Srinivasan, P. Levis, S. Katti, and P. 
Sinha, “Practical, real-time, full duplex wireless,” in Proc. 17th Annu. int. conf. Mobile 
comput. and networking. ACM, 2011, pp. 301–312. 

 [61] M. Duarte, C. Dick, and A. Sabharwal, “Experiment-driven characterization of full-
duplex wireless systems,” IEEE Trans. Wireless Commun., vol. 11, no. 12, pp. 4296–
4307, Dec. 2012.  

[62] F.-L. Luo and C. Zhang, General Principles and Basic Algorithms for Full-duplex 
Transmission. Wiley-IEEE Press, 2016, pp. 616–.  

[63] D. Korpi, L. Anttila, V. Syrjl, and M. Valkama, “Widely linear digital selfinterference 
cancellation in direct-conversion full-duplex transceiver,” IEEE J. Selected Areas in 
Commun., vol. 32, no. 9, pp. 1674–1687, Sep. 2014.  

[64] D. Korpi, S. Venkatasubramanian, T. Riihonen, L. Anttila, S. Otewa, C. Icheln, K. 
Haneda, S. Tretyakov, M. Valkama, and R. Wichman, “Advanced selfinterference 
cancellation and multiantenna techniques for full-duplex radios,” in Proc. Asilomar 
Conf. Signals, Syst. and Comput., Nov. 2013, pp. 3–8.  

[65] D. Korpi, L. Anttila, and M. Valkama, “Reference receiver based digital selfinterference 
cancellation in MIMO full-duplex transceivers,” in Proc. IEEE Globecom Workshops 
(GC Wkshps), Dec. 2014, pp. 1001–1007.  

[66] T. Riihonen, M. Vehkapera, and R. Wichman, “Large-system analysis of rate regions in 
bidirectional full-duplex MIMO link: Suppression versus cancellation,” in Proc. 47th 
Annu. Conf. Infor. Sci. and Syst. (CISS), March 2013, pp. 1–6. 



  International Journal of Research 
  

p-ISSN: 2348-6848 
e-ISSN: 2348-795X 
Volume 08 Issue 01 

January 2021 
  

P a g e  | 132 
 

[67] P. Lioliou, M. Viberg, M. Coldrey, and F. Athley, “Self-interference suppression in full-
duplex mimo relays,” in Proc. 44th Asilomar Conf. Signals. Syst., Nov. 2010, pp. 658–
662.  

[68] A. Paulraj, R. Nabar, and D. Gore, Introduction to space-time wireless communications. 
Cambridge university press, 2003.  

[69] P. Lioliou, M. Viberg, M. Coldrey, and F. Athley, “Self-interference suppression in full-
duplex MIMO relays,” in Proc. 44th Asilomar Conf. Signals, Syst. and Comput., Nov. 
2010, pp. 658–662. 

 [70] D. Kim, H. Ju, S. Park, and D. Hong, “Effects of channel estimation error on fullduplex 
two-way networks,” IEEE Trans. Veh. Technol., vol. 62, no. 9, pp. 4666– 4672, Nov. 
2013.  

[71] H. Ju, S. Lee, K. Kwak, E. Oh, and D. Hong, “A new duplex without loss of data rate 
and utilizing selection diversity,” in Proc. IEEE Veh. Technology Conf. VTC Spring, 
May 2008, pp. 1519–1523. 

 [72] M. Hasna and M.-S. Alouini, “End-to-end performance of transmission systems with 
relays over Rayleigh-fading channels,” IEEE Trans.Wireless Commun., vol. 2, no. 6, pp. 
1126–1131, 2003. 

 [73] R. Annavajjala, P. Cosman, and L. Milstein, “Performance analysis of linear modulation 
schemes with generalized diversity combining on Rayleigh fading channels with noisy 
channel estimates,” IEEE Trans. Inform. Theory, vol. 53, no. 12, pp. 4701–4727, 2007.  

[74] L. Yang and J. Qin, “Outage performance of MIMO MRC systems with unequalpower 
co-channel interference,” IEEE Commun. Lett., vol. 10, no. 4, pp. 245–247, Apr. 2006.  

[75] S. Ikki and S. Aissa, “Impact of imperfect channel estimation and co-channel 
interference on regenerative cooperative networks,” IEEE Wireless Commun. Lett., vol. 
1, no. 5, pp. 436–439, 2012.  

[76] P. Dighe, R. Mallik, and S. Jamuar, “Analysis of transmit-receive diversity in Rayleigh 
fading,” in Proc. IEEE Global Telecommun. Conf. GLOBECOM, vol. 2, 2001, pp. 
1132–1136. 

[77] A. Jeffrey and D. Zwillinger, Table of Integrals, Series, and Products, ser. Table of 
Integrals, Series, and Products Series. Elsevier Science, 2007. 

 [78] Y. Tokgoz and B. Rao, “The effect of imperfect channel estimation on the performance 
of maximum ratio combining in the presence of cochannel interference,” IEEE Trans. 
Veh. Technol., vol. 55, no. 5, pp. 1527–1534, Sep. 2006.  

[79] A. Goldsmith, Wireless Communications. New York, NY, USA: Cambridge University 
Press, 2005. 

 [80] M. Simon and M. Alouini, Digital communication over fading channels: a unified 
approach to performance analysis, ser. Wiley series in telecommunications and signal 
processing. John Wiley & Sons, 2000. 

 [81] H. Bateman and A. Erdelyi, “Higher transcendental functions, vol. 1,” 1953.  
[82] S. Barbarossa, Multiantenna Wireless Communications Systems, ser. Artech House 

mobile communications library. Artech House, 2005.  
[83] D. Palomar, J. Cioffi, and M. A. Lagunas, “Joint Tx-Rx beamforming design for 

multicarrier MIMO channels: a unified framework for convex optimization,” IEEE 
Trans. Signal Process., vol. 51, no. 9, pp. 2381–2401, 2003.  


